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This paper is to give users some basic test information about IX100. The test tools 
are: 
1. Asterisk(asterisk-1.4.21.1) and zaptel（zaptel-1.4.11） 
2. OpenVox IX100(Alix 2C2) 
3. SIPp (3.1) 
4. Voyage-linux (2.6.23-486-voyage). 
5. Open Source G729 codec 
 
Here, I came out two scenarios to test the performance of IX100.   
The scenario one is Sipp(ulaw)->Asterisk-1(ulaw)->asterisk-2(ulaw). There is no 
transcoding between the servers. The result shows as bellow: 
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Figure 1 
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Figure 2 

 
Figure 3 

 
The scenario two is: Sipp(g729)->Asterisk-1(g729-ulaw)->Asterisk-2(ulaw)  
Here are the results of the test: 
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Figure 4 
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Figure 6 



 
Figure 1 shows the result in scenario one, the max of current calls are 10-12 with consumption of 
37% of CPU. However, figure 5 shows the result in scenario two, the max of current calls are 3-4 
calls with consumption of 50% of CPU. 
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In conclusion, users can see the result from the result above, if with codec 
transcoding(G729-G711), the current call should be limited less current 4 calls. However, if there 
is no condec transcoding, IX100 can support 10-13 current calls. If users want to implement 
IX100 with good and stable performance, users should try to avoid using codec transcoding.    


